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Conclusions and Future Work

The AGD* hosts…

• Conversation Corpora

• Variation Corpora

• Extra-territorial Varieties

*AGD: Archive for Spoken German (https://agd.ids-mannheim.de)
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• Estimated need for transcription: 75.000h

 e.g. 15 students for 10 years

 + Overhead for management, quality control, technical 
supervision, documentation

 Advanced dialect-competence(s) necessary – Alsatian, Low-
German, Silesian, (data also contain Frisian, Sorbian, Dutch)

• Central, manual transcription in principle too expensive, not 
organisable

• Alternatives (cf. Brinckmann 2009)

 Outsourcing

 „Crowd“-Sourcing

 (partial) automation
ASR

Word-Error-Rate (WER)

https://github.com/openai/whisper (25.03.2024) https://huggingface.co/openai/whisper-large-v2 (25.03.2024)

Research questions

Huge improvements in ASR-quality in recent years (months)

• When is ASR-output good enough? (for the purpose of accessing oral corpora)

• If ASR-output needs to be corrected… is correction more efficient than transcribing from scratch?

We might now be at a tipping point… where correcting outperforms transcribing
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“Create orthographic transcripts”

• Alignment

• Mask tier

“Note the (working) time spent per stretch of 

recording”

Metric: ratio of 
𝑎𝑢𝑑𝑖𝑜 𝑙𝑒𝑛𝑔𝑡ℎ

𝑤𝑜𝑟𝑘𝑖𝑛𝑔 𝑡𝑖𝑚𝑒

Adjusted R-squared = 0.75

Adjusted R-squared = 0.33

Improve and optimize the solution: 

• Exploit prompting mechanism

• Avoid some normalizations

• Different post-processing

• Adapt system to data (fine-tuning)

Adjust or redefine the problem: 

• Analyze the imperfect output

• Use additional ASR information, e.g. probability of 
word-detection

1. Generic query on ASR-transcribed corpus

2. Refine manually the results
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